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Abstract: On the purpose of solving the traditional problems ({Z%QP syste whl(h e complicated and inflexible.Some new-
ly proposed methods basing on SIP and STUN are studied and made,an ideal pe ,fdn(es in switching from private 1P port to the

public IP port .Open—source SIP protocol stacks is the ('01“9@111@ design. { ofthi with the RTP/RTCP technology, the user a-
gent system prototype is implemented. When  call on lh% riber whoptising Jh’e SIP UA or the music server based on the SIP,

to provide the VOIP service or online musie servu(e ( iently. ’fes\%yll verified the VOIP network structure based on the SIP

is simpler and more flexible
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m_pStack = new SIP_Stack(); // SIP
m_pStack. Us Lumisoft SIP Stack 1.0";
m_pStack. Bin \ PBindInfo[]{new IPBindInfo("
", BindInfoProtoeol IPAdress. Any.m_SipPort)}  //
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.SIP ceivedEv, @s »
tack . Start () SIP Stack

Torn: wpp H o altnk) wlie
g & |-|.*-.LI.;'.l-I|.I.I.|..IJ|'ﬂ.I|!II.r

ll-lﬂll Iu-:p1._| LI =
GsEnrice Emeriprion Fromeca® Verviee [0 0
Prmar (Craster, fewvies Td (ofi - SIIRERAE 1 B4 OFd DAL 0. LIS
-.ul.l.-.— [ENER - L -S|
mETiprTenL T s (el b o
HI Fumrigtion, reme sl mbines
i P T

= halis B il Call ropEmmd eosa ) B
= ptE sl
P Akt ) ey

5 SIP
Callback SIP
(register ,invite \ring ,ok ),
, , SIP .

Public wfrm_IncomingCall (SIP_ServerTransaction invite)

InitUI();

m_pTransaction=invite;

11 Ul

m_pTransaction, Canceled +=new
EventHandler(m_pTransaction_canceled);}
//SIP

Private void m_pTransaction_canceled

e)f...)
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